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C. AMENDMENTS TO THE CLATMS 

1 . (Currently amended) A method of determining a speaker during a conference call in 
which a plurality of participants are connected by a plurality of lines and a switch, 
comprising: 

usirift_an_ am plitudc acquisition program in the memo ry of the server computer, 
determining whether there is an incoming line wiLh an amplitude fcreatcr_than_a_ threshold 



responsive to a determination that there is an incoming line with an amplitude 



greater than a threshold a mpj i t u djk^torin^ for the incoming line; 



using a server computer connected to the switch, obtaining a voice print for a 
participant in a telephone conference; and 

using a server comptrter, comparing the voice print to voice identification data 
from an incoming line file; and 

responsive to a match being made, transmitting the identity of a participant, who 
is currently speaking to a display. 

2. (Original) The method of claim 1 further comprising: 

using the server computer, accessing an incoming line file corresponding to a line 
having the greatest amplitude. 

3. (Original) The method of claim 1 further comprising: 



amplitude: 
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using the server computer, transmitting the identify of a participant, who is 
currently speaking on a line shared with one or more other participants, to a display, 

4. (Original) The method of claim 1 further comprising: 

transmitting the identity of a participant, who is currently speaking, to a 
participant computer. 

5. (Original) The method of claim 1 further comprising: 

transmitting the identity of a participant, who is currently speaking, to a telephone 
display unit; 

wherein, the determination of the identity of the participant who is currently speaking 
is made by matching a voice print to a voice identification field in an incoming line file. 

6. (Original) The method of claim 1 further comprising: 

transmitting a roster information* including speaker identification from a voice 
print match, from the server computer to the a telephone display unit. 

7. (Original) The method of claim 1 further comprising: 

transmitting a roster information, including speaker identification from a voice 
print match, from the server computer to the a computer over a network. 

8. (Original) The method of claim I further comprising: 
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transmitting a speaker change from the server computer to a participant computer 
over a network; 

wherein the speaker change was Identified by comparison of a voice print to a 
voice identification field for an incoming line file. 

9. (Original) The method of claim 1 further comprising: 

transmitting a speaker change from the server computer to a telephone display 

unit; 

wherein the speaker change was identified by comparison of a voice print to a 
voice identification field for an incoming line file. 

10. (Cancelled) 

11. (Original) The method of claim 1 further comprising: 

using the server computer, averaging amplitude samples for each incoming line 
with amplitude data; and 

storing the average amplitude for each line with amplitude data in a field of an 
incoming line file. 

12. (Original) The method of claim 1 fiirther comprising: 

using a participant computer, displaying a roster information, including speaker 
identification wherein the speaker was identified by comparison of the speaker's voice 
print to a voice identification field in an incoming line file. 
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13. (Currently amended) An apparatus for determining a speaker during a telephone call 
on in which a plurality of parties are involved, comprising; 
a server computer; 

a flt^storoge medium in the server computer; 
a program residing in the ftst-storage medium; 

a switch connected to a plurality of lines and to a pl urality of participant 
computers and to the server computer; 

wherein the program causes the server computer to: 

determine whether there is an incoming line with an amplitude greater than a 
threshold amplitude: 

responsive to a determination thaL there is hti incoming lint; with an amplitude 
greater than a threshold amplitude, store the amplitude for the incoming line; 

average amplitude samples for each incoming line with amplitude data: 

store the average amplitude for each Line with amplitude data in a field of an 
incomin g line file; 

acquire a voice print for a conference call participant; 

store the voice print in the first storage medium; 

responsive to obtaining a current voice print from athc conference call participant, 
comparing the voice print in memory LO the current voice print; and 

responsive to a mutch being made between the voice print and Ihe current voice 
print, transmitting the identity of the conference call participant to a display. 
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14. (Original) The apparatus of claim 1 3 wherein the storage medium further 
comprises a conference call list file. 

15. (Original) The apparatus of claim 13 wherein the storage medium further comprises 
a participant list file. 

16. (Original) The apparatus of claim 13 wherein the storage medium farther 
comprises a conference call information file. 

1 7. (Original) The apparatus of claim 1 3 wherein the storage medium fiirther 
comprises an incoming line list file. 

18. (Original) The apparatus of claim 13 wherein the program identifies the incoming 
line with the participant who is speaking by determining a conference call line with the 
greatest amplitude. 

1 9. (Currently amended) A computer readable memory for causing a server computer 
to identity a speaking participant in a conference call when a plurality of participants are 
using the same line comprising: 

aa^Bfli^^ pro gram thai dctennigeg stohsc tto is an towwiag 

line with m amplitude u reaier than a threshold amplitude, and responsive lu « 
determination that there is an Incoming line with an amplitude areaicr than a threshold 
amplitude, stores the amplltudejbrthe inc oming line; 
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a voice identification acquisition program that ohtuins a voit:e sample from a 
nnnfefcnec call r p rrimnftnt. analvTos the voice sample, prepares fl YfliSS BOM. 8fld 
the voice print derived from the voi ce sample: and 

a voice print identification program that obtains a current voice print for a 
participant who is sneaking, compares the current voic e print to a voice identification 
field in an incoming line file, and, responsive to a m atch begin made, identify the 
pjrjjfiipjni wnf> ' s s peaking by. a link fr om the voice identification field to a participant 
information file . 

20. (Cancelled) 

21. (Cancelled) 
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